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Abstract: By the advent of information age, the developments of personal communication systems such as
cellular phone and hand-free telephone system have become indispensable. The research of the
conventional hand-free telephone aims to enhance speech quality. During operation, the far-end voice
passes through the communication channel to the near-end, and it is then directed to the microphone as
input. This leads to the so-called acoustic echo problem where the far-end voice is delayed when passing
subsequently through the communication channel, speaker, and microphone, and then adversely feedback
to the far-end origin. The acoustic echo problem exists not only in the hand-free phone but also in the
teleconference and satellite communication system, Echo cancellation is required wherever a microphone
picks up the signal radiated by the speaker and its room reflections. In order to improve the speech quality,
a simple and effective configuration for acoustic echo cancellation is necessary.

A lot of algorithms have been presented by the researchers, such as the LMS, NLMS, RLS, FDAF
algorithm, which have a good performance in the single-talk condition. But when the far-end and
near-end signals are both presented, which is called double-talk condition, conventional algorithms can
not work totally. In this dissertation, we focus to challenge the double-talk problem in the echo canceling.
To solve the double-talk problem, usually the double-talk detecting has been implemented that stops the
echo canceller from adapting its coefficients when double-talk occurs. However, in many cases, the DTD
fails to detect double-talk so the achieved echo suppression is not sufficient and speech distortion and
echo become apparent. And also stopping the tap adaptation is just a passive action to handle the
double-talk condition and it causes lowering speed of adaptations and/or totally mislead when the echo
path changed in the period of halting tap adaptation. In this thesis, to challenge double-talk condition, a
class of echo canceling algorithm based on comelation function are presented, such as: Correlation
function LMS (CLMS) algorithm, Extended CLMS (ECLMS) algorithm, Frequency domain ECLMS
(FECLMS) algorithm, Wavelet domain ECLMS algorithm (WECLMS) algorithm, and echo canceller
based on Smart Acoustic Room (SAR) system & correlation function. These correlation function based
algorithms can continue the adaptations even the double-talk is presented. The simulation results show




that the echo canceller based on the SAR system & correlation function is the best algorithm, which has a
satisfied convergence rate and speed compared with other correlation based algorithms and conventional
LMS algorithm.

This dissertation is composed of seven chapters. The explanation of each chapter is described briefly as
follows:

In chapter 1, first the background of research and the type of echo and echo canceling are described. Then
purpose of the present dissertation is explained.

In chapter 2, the fundamental concepts of my research are introduced. First, the adaptive filter and Wiener
filter are explained. Then the conventional algorithm such as LMS, NLMS, and FDAF algorithms are
described briefly.

In chapter 3, the Correlation LMS (CLMS) and Extended CLMS algorithm are introduced. First, the
double-talk condition is defined. Then, the correlation function is explained. Finally, the Correlation LMS
(CLMS) and the Extended CLMS algorithm are introduced. The simulation results examined the
robustness of the algorithms.

In chapter 4, the Frequency domain ECLMS algorithm (FECLMS) is proposed to reduce the
computational complexity of the ECLMS algorithm. The simulation results shows that the FECLMS
algorithm has almost same performance of the ECLMS algorithm, however, the computational
complexity is reduced.

In chapter 5, in order to improve the comvergence speed, the Wavelet domain ECLMS algorithm
(WECLMS) is proposed. In this chapter, first we compare the Fast Fourier transform with the Wavelet
transform, to explain why we implement the ECLMS algorithm into the Wavelet domain. Then, the
WECLMS algorithm is defined. The simulation results show that the convergence speed is improved
compared with other correlation function based algorithms.

In chapter 6, first the Smart Acoustic Rocom (SAR) system is presented for partitioning rcom acoustically.
That is, in different places of the room, one can hear to the desired signal. This is realized by robust
estimation algorithm for well control of room acoustic impulse response. ;I'herefore, unwanted music or
speech signal is canceled, while, at the same place, the desired signal (the desired music or speech) could
be heard Then we apply the SAR system base on correlation function algorithm into the echo
cancellation. This is a new type of echo canceling, which cancels the signals at the microphone position
locally. That is, the microphone does not receive any echo signal. It is different with the conventional
echo cancellation, which cancels the echo signal in the telephone system electronically. The simulation
results and experiment results show that the Smart Acoustic Room (SAR) system have a good
performance and apply it to the echo canceling very success.

In chapter 7, the concluding remarks are described.
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